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Abstract

This paper presents a Collision Resolution Algorithm which significantly improves the performance in terms of throughput
and delay of the uplink contention channel existing in Wireless ATM MAC protocols such as MASCARA [9], where dlotted
ALOHA is employed. FS-ALOHA groups the requests arrived at the mobile terminals during a frame length and serves
these groups on a FIFO basis using slotted ALOHA. An exact anaytical model has been developed for FSSALOHA with
Poisson input model. From a simulation with finite population input process we show that FS-ALOHA largely outperforms
slotted ALOHA in the delay quantiles, allowing a better meeting of the Quality of Service guarantees. [0 1999 Published by
Elsevier Science B.V. All rights reserved.
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1. Introduction

During the last years, the increasing interest in wireless indoor access systems has motivated the
standardization process of DECT [11] (the European standard for digital cordless communications) and
both IEEE 802.11 [1] and HIPERLAN 1| [2] wireless LAN standards. More recently, the combination
with the trends towards high capacity, service integration and Quality of Service (QoS) provisioningin
fixed networks (with the ATM standardization on the one hand and IETF activities on the other) has
resulted in agood number of proposalsfor ATM-compatible wireless MAC protocols.

Within the framework of the European research programmes RACE |l and ACTS schemes such as
DSA++ [13] (MBS project) or MASCARA [9] (WAND project) have been devel oped. Other interesting
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Fig. 1. Architecture of the system.

protocolsare DQRUMA [8], GRAPO [6] and those proposed in [4] and [14]. Among the features shared

by

the majority of these protocolsthe following can be highlighted:

Centralized architecture, with a Base Station (BS) providing seamless connection with the fixed
network and ruling the accessto the broadcast radio channel (see Fig. 1).

Two logically distinct communication channels, Uplink from the Mobile Terminals (MTs) to the Base
Station and Downlink from Base Station to Mobile Terminals.

Dynamic Time Division Multiple Access with either Frequency Division Duplexing (FDD) or Time
Division Duplexing (TDD) to separate Uplink from Downlink.

e The systems are slotted and sometimes slots are subdivided into minisliots.
e Existence of a frame structure (with a header emitted by the BS) which allows the switching of the

MTsinto power saving modes that reduce the drainage of the batteries.

The Mobile Terminals inform the Base Station about their bandwidth needs using requests which are
piggybacked in upstream data packets.

MTsthat cannot use the piggybacking mechanism to send their requests (e.g. MTsthat have remained
silent for along time, with a sudden increase in their transmission needs or first entering the cell after
handover from the adjacent cell) use a contention period existing in the Uplink.

The BS informs the M Ts about the slots they are granted in the Uplink channel by means of permits
sent in the Downlink frame header.

In an integrated services environment the Contention Resolution Algorithm used in the contention

period may have a major impact on the QoS provisioning and overall system performance. The use that
a given connection makes of the contention period will strongly depend on the traffic characteristics: a
CBR connection might never use the contention period, while the bursty nature of VBR traffic makes it
prone to a continuous oscillation between periods where the bandwidth needs are simply piggybacked
and periods where the contention period will be used. In these situations, a delay-efficient Contention
Resolution Algorithm is needed in order to comply with the QoS contract, as the access delay will
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be a multiple of the frame (Uplink frame in FDD systems) duration (1.7 ms in [3] and 2.0 ms in

[15]). The schemes used in most of the protocols mentioned above are either slotted ALOHA [9] or

splitting algorithms [13]. This paper presents and evaluates the performance (via analytical models

and simulation) of FSSALOHA, a new Collision Resolution Algorithm to be implemented during the
contention period of the Uplink channel which allows an efficient transmission of the requests for
capacity from the MTs to the Base Station. FSSALOHA can be regarded as a Group Random Access

Protocol as:

o the requests are grouped in Transmission Sets (TSs) so that just one group attempts transmission at a
time (i.e. asubset of the total number of requests);

o the requests belonging to a certain group use a Random Access Algorithm (slotted ALOHA) to gain
accessto the medium and therefore get the permits from the scheduler at the base station.
FS-ALOHA combinesthe simplicity of slotted ALOHA with the efficiency obtained by grouping the

requests arrived at the MTs during frame length intervals. Similar ideas were applied in [7] to define a

MAC protocol for an ad-hoc wireless network. Aswe will show, FS-ALOHA largely outperforms slotted

ALOHA in the delay quantiles without adding significant complexity (it could be even discussed if any

a al). As for the throughput, FSSALOHA shows a much more stable behavior when the network is

congested, avoiding the well known throughput collapse experienced by slotted ALOHA. Only when the

number of slots associated to the contention channel is very large, the maximum attainable throughput
can be somewhat lower than the corresponding results obtained with Slotted ALOHA (provided an
optimal retransmission probability is used).

To summarize, the advantages of the proposed mechanism are the following:

e Simplicity, asits associated computational complexity is comparableto that of slotted ALOHA.

e Good delay response, with delay percentiles that largely improve those obtainable with slotted
ALOHA.

e Stahility, aseven during highly congested periods the throughput does not significantly decreasefrom
the maximum.

The system we consider for FSSALOHA issimilar to all those related to the Wireless ATM protocols
described above, as the only needed assumptions are the following:

e Centralized, dotted, dynamic TDMA system with either Frequency Division Duplexing or Time
Division Duplexing.

e Theframelength# is assumed to be fixed and equal to L slots. Although this constraint is not needed
for the operation of the protocal, it greatly simplifies the analysis of the algorithm as different frame
lengths would imply different grouping interval lengths.

e A frameis subdivided into a contentionless period where the mobiles transmit data packets according
to the received permits together with piggybacked requests for future permits and a contention period
where the mobiles send the transmission requests that can not be piggybacked.

The remainder of this paper is structured as follows. Section 2 describes the FS-ALOHA algorithm.
Section 3 is devoted to the anaytical performance evaluation of FS-ALOHA. Section 4 compares
the performance of FSSALOHA and slotted ALOHA schemes under different loads and sizes of the
contention channel. Finally, Section 5 presents the conclusions of the paper.

4With FDD systems we only consider the Uplink frames.
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2. FIFO-by-Sets ALOHA algorithm

In this section the operation of FS-ALOHA isdescribed in detail. Basically, the potential users of the
contention channel are Mobile Terminals (MTs) that can not communicate their bandwidth requirements
to the Base Station through the piggybacking of the request in a previously scheduled data packet
(transmitted in the contentionless period).

From the L dlots of the fixed length frame C slots (C < L) will be used for contention resolution.
Assuming k requests can be transmitted during a slot (i.e. a slot contains k minislots) then a maximum
number of T = k x C requests can be transmitted. As the scope of FSSALOHA only involves the
contention period in the Uplink, it is the time needed to send a request what really matters, and not the
time needed to send a data packet in the contentionless period. Hence, from here on with the word slot
wewill refer to the time needed to transmit arequest in the contention period.

In slotted ALOHA systems, an MT with a pending request will randomly choose one out of the T
possible slots to send its request in the hope that no other MT will choosethe same dlot. FS-ALOHA, on
the contrary, dividesthe T dlots of the contention channel into two disjoint sets of Sand N slots such
that S+ N = T (seeFig. 2). The operation of FS-ALOHA isasfollows:

e Those requests newly arrived in the system during the last frame (at different MTs) will attempt
transmission choosing randomly one out of the Sslots.

e If arequest arrives without collision at the BS, it is used to schedule a future cell transmission in the
Uplink.

o |f some of these attempts are unsuccessful they are grouped into a Transmission Set, which joins the
gueue of TSs pending to be served.

e Theother N slots will be used to serve the queue of backlogged Transmission Sets on a FIFO basis.
A Transmission Set will remain in the head of the queue until all its associated requests have been
successfully sent to the Base Station.

Hence the parameters of the scheme are just two:

e number of signalling slots per frame S > 1 used to transmit the newly arrived requests; this parameter
determinesthe TS generation rate;

e number of slots N > 2 allocated to the service of the backlogged Transmission Setsin the distributed
queue.

For any FS-ALOHA system with agiven T there is aways a trade-off between S, which indirectly
determinesthe arrival rate at the Transmission Set distributed queue, and N, which affects the statistical
distribution of the service time required by the Transmission Setsin the queue.

Consecutive sequence numbers are assigned to the Transmission Sets (see Fig. 3). In every frame
i anew TS Ng(i) may be generated, if not all the requests arrived during the previous frame are
successfully transmitted in the S contention dlots. At the same time, another TS numbered Ng(i) is

Fixed Frame Lenght:L=12 slots
C=5 slots | T=10 minislots

IContention Period Contentionless Period | S=4! N=6 !

Fig. 2. Frame structure in the Uplink channel.
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Fig. 3. Construction of the distributed FIFO queue.

being served making use of the N contention slots, so the number of TSs in the distributed queue is
Ng (i) — Ns(i).

Depending on the system implementing FS-ALOHA, requests can be issued on a per-VC or per-MT
basis. In both cases, and assuming that new requests can be sent before the previous ones have been
acknowledged by the Base Station, FS-ALOHA does not guarantee the correct request sequencing at the
central scheduler. However, it is important to note that this characteristic does not preclude the correct
sequencing of ATM cells guaranteed in any ATM system, as the central scheduler will send a permit
in the Downlink and the corresponding Mobile Terminal will then send its packet(s) in the scheduled
dot(s) in the Uplink, logically preserving the sequencing of the information.

2.1. Generation of the transmission sets

Let us assume that the system has already been initialized and that the Transmission Set distributed
gueue is not empty. All the mobiles with a new request for the contention channel generated during the
last framei will randomly choose one of the S contention slots to send their request packet. For each of
the S dlots the Base Station observes one of the following situations:

o there has been an error in the channel or there has been more than one request attempt (i.e. an errored
CRC or collision is detected);

o there has been just one request attempt (there has been activity in the channel and the CRC is correct);

o there has been no request attempt (silence in the signalling slot).

Based on these observationsthe Base Station takes the corresponding actions regarding the generating
TS Ng(i):

If neither collisions nor errors were detected in any of the Sslotsthe TS Ng (i) is not generated.

e Otherwise anew Transmission Set is built and stored in the distributed TS FIFO queue (see Fig. 3).

o Passesthe successful requests from the M Tsto the central scheduler located at the BS.

o Notifies the MTs whether or not a new TS was generated and which requests were successfully
received. This can be done by including in the frame header a field of length S bits (S-bit header
field). Each bit in this field is associated to one of the S contention slots, and contains a 1 if a
successful request was received in the slot or a0 if no request, collision or error were detected.

By keeping track of the S-bit header field (see also Section 2.3) the M Ts can keep an image of the
state of the TS distributed queue knowing at every moment how many TSsthere areinit. When this TS
FIFO queue is empty, either right after the initialization of the network or after a period of low activity,
Ng(i) = Ns(i) and there are no backlogged Transmission Sets to be served using the N contention
dots. In this situation, the arrived packets will randomly choose one out of thetotal number T = S+ N
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of slots in the contention channel, instead of just using the S slots. Therefore, when the system is empty
(i.e. no TSs are backlogged) the behavior of the system isidentical to slotted ALOHA. The detection of
acollision or errored request in one of these T slots will cause the generation of a TS and the beginning
of abusy period: in the next frame only the first S slotswill be used for new requests and the other N to
serve the Transmission Set in the queue.

2.2. Service of the transmission sets

During the busy periods of the system (i.e. when the TS distributed queue is not empty) N out of
the T = S+ N dlots of the contention period will be used to serve the groups formed by unsuccessful
reguests. Thiswill be done on aFIFO basis. The N slotswill be used by the Transmission Set at the head
of the queue, frame after frame, until all its associated requests are successfully transmitted (actually
only during alimited number of framesto avoid Head of the Line blocking; see Section 2.3).

Assuming that the MTs have built correctly the distributed TS queue, al the mobiles with requests
belonging to the TS in service will choose one out of the N dlots to send their request, using slotted
ALOHA agorithm. After receiving the information contained in the contention period the base station
doesthe following:

e Hands over the successfully received requests to the central scheduler, in charge for generating
the corresponding permits. The bandwidth allocation algorithm needed to assign the permits to the
various M Tsis not the subject of the paper.

e Notifies to the MTs the results by including in the downlink frame header a field of length N bits
(N-bit header field). In the same way as the S-bit header field, each bit in this field is associated to
one of the N contention slots, and is set to 1 if a successful request was received in the slot or to O if
no request, a collision or an error were detected.

If there is a collision (at least two mobiles made the attempt in the same slot) or some request
is errored in any of the N glots the service of the Transmission Set will continue in the next frame.
Otherwise, the TS is removed from the queue and the service of the next TS will be initiated in the
following frame. If the queue becomes empty an idle period starts, where all the slots (T) available in
the contention channel are used by the new request arrivals.

Let usrecall that during all thisprocessthe mobilesareblind, just knowing about their own sent requests
and without any information on collisions. The necessary feedback is provided by the N-bit header field
transmitted by the Base Station in the Downlink channel (more details are given in the next section).

2.3. Robustness and implementation issues

In this section we will discuss two implementation aspects regarding robustness, namely how to
ensure that the Mobile Terminals construct the right image of the distributed queue of Transmission Sets
generated at the Base Station and how to avoid Head of the Line blocking (HOL).

The main mechanism addressing the former issue has already been described in the two preceding
sections: the Base Station includes in the frame header a field of S+ N bits, each of them associated
to one of the dots of the contention period. Each bit is set to 1 if a successful request was conveyed
in the associated slot or to 0 otherwise. The MTs know which contention slot they have used to send
their request so by listening to the S+ N bit header field they know exactly whether their request was
successful or not.
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However, the preceding mechanism can only ensure the correct distributed queue at an MT if the
mobile has been connected since the initialization of the network and no errors have occurred in the
generation, transmission or processing of this header field. In order to have a robust mechanism for the
construction of the distributed FIFO queue of Transmission Sets, at |east two options are available:

e Inclusion in the frame header (i) of two new fields, one containing the sequence number of the TS in
generation Ng (i) and the other the sequence number of the TSin service Ng(i).

e Inclusion in the frame header of just one new field containing the number of Transmission Setsin the
distributed queue.

In addition to one of the two mechanisms above, the Mobile Terminals could aso include in their
reguests the sequence number of the Transmission Set they belong to, leaving up to the Base Station the
checking of the correctness of these sequence numbers and the notification to the corresponding maobile
when necessary.

Another problem associated to the wireless channel is capture (see [12]), which may cause that one
of the uplink requestsinvolved in a collision is neverthel ess successfully received by the Base Station.
If just one bit per request ot in the contention period is used to indicate either success or callision, the
MTs whose requests have been captured will erroneously assume that their requests were successfully
received by the BS. A solution for this problem is to indicate the MAC address of the Maobile Terminal
whose request has been received, thus replacing the (S+ N)-bit field in the Downlink frame header by a
field containing (S+ N) Mobile Terminal MAC addresses.

A different problem arises when, due to the specia characteristics of the wireless medium, the
propagation link between an MT and the BS enters a state of high BER (Bit Error Rate) which can
last for several milliseconds. In this case a Head of Line blocking may appear: in the temporarily bad
propagation channel many retransmissions of packetswill occur causing long delaysin the TSs services.
Due to the FCFS discipline used in the TS service, the overall network performance will fall. To avoid
this performance degradation, each packet will be retransmitted only a limited number of times during
the service of a TS. When a packet reaches the maximum it will be removed from the TS in service and
reserved for serviceinthe next TS. If this situation remains for several TSs, the packet will be dropped.

3. Analytical performanceevaluation of FSALOHA
3.1. Analytical model

In this section an exact analytical model is developed, allowing the computation of the delay density
function associated to the request packets under the following assumptions:
e The grouping of requests in Transmission Sets is based on a time period corresponding to the frame
length L.
Slotted ALOHA is used as the request contention protocol.
A Poissonian request arrival process with rate A arrivals per frame (let us recal that these are
transmission attemptsin the contention channel, and not the total offered load in the network).
The number of slots used for contentionisfixed and suchthat 1 < L x k.
Within these T dlots, Sare used for service of the new arrivalsand N for service of the Transmission
Setsin the queue.
If there are no Transmission Setsin the queuethetotal T slots are used by the new arrivals.
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e Theimpairment in performance caused by the Bit Error Rate (BER) of the wirelesslink has not been
analyzed, as we have assumed that there are no errorsin the channel.

The state of the system can be modelled by the pair (G, q), where G is the number of backlogged
non-empty Transmission Sets and q is the number of requests pending for transmission in the
Transmission Set being served (note that alwaysq > 2).

The transitionsin the system take place at the end of every frame according to the following rules:

e ( may remain the same or move downto {q — 1, ..., max(0, g — N)}, depending on the number of
successful requests sent in the N contention slots.

G builds up to (G + 1) if q does not go down to zero and a new non-empty Transmission Set is
effectively generated.

G remains the same if either q does not go down to zero and no Transmission Set is generated or
does go down to zero but anew TSis placed in the distributed queue.

e G decreases, moving downto (G — 1), if g goes down to zero and no Transmission Set is generated.

We can therefore conclude that the evolution of the system can be modelled by a discrete-time
Markov chain, as the state (G, g,) at step n only depends on the number of new requests arrived
during the last frame, the number of successful new requests sent in the S contention slots using slotted
ALOHA, the previous state (Gn_1, gn—1) and the number of successfully transmitted requests (up to
min(gn_1, N)) using slotted ALOHA in the N contention slots.

3.2. Transition probabilities and QBD-Markov chain

The transitions among states depend on the number of arrived requests and the number of requests
that manage to leave the system (i.e. successfully transmitted to the base station). As the request arrival
processis assumed to be Poisson, the probability of n new request arrivalsis simply

n

Pa(n, 1) = e‘x)r:—'. (1)

The requests allowed to leave the system, g > 2 if the state is (G, q), are only those belonging to
the Transmission Set in service. As the contention protocol is slotted ALOHA they will all attempt
transmission in arandomly chosen slot out of the N available. Aside from errors in the channel (which
are not included in the model), errored transmissions are caused by collisions in the request slots. The
probability of n < min(N, q) successful transmitted requestsis given by

1 i:q—l
i=0
0, n=q-1,
0, n=N,<q
Pan, 0, N) = 1 oo g\ RN T )
w Lv-o(d) 2 1(Y)
i—0 =1
j—1 @m+g-n-2j— Yt q-n m-1;
—N—=2 1 -
X . , otherwise.
mox ()
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being (1) = ﬁlm' It must be noted, however, that in the practical implementation of the model
the closed formula shown in Eq. (2) has been substituted by an iterative method. This method builds
a sequence of matrices for increasing values of n but its computational complexity at each step is
independent of the value of n, as opposed to what happens with Eq. (2). The former function Py (-) will
also be used to determine the probability of n successful new requests transmitted in the S contention
dots provided that there have been | new arrivals, which is given by Py(n,l, S), and therefore to

determine the probability of generation of a new Transmission Set:

o0
> Pan,A) (1— Py(n,n, S)),  nonempty TS queve,
Pr (TSgen) = 1 "% €)
Z Pa(n, A) (1 — Py(n,n, T)), empty TSqueue.
n=0
The maximum number of request arrivals g per TS (i.e. per frame) is bounded by the maximum
number of mobile terminals gmax alowed by the network. Moreover, in order to obtain afinite transition
matrix we must truncate the maximum value of g to a certain value gm,. We can choose this gy, to be the
same as the maximum number of stations g, = gmax &though this choice could be too conservative. If a
tighter bound is used, the calculation of the solution vector will be simplified (the order of the transition
matrix is multiple of qm) and the impact on the accuracy of the results will be negligible provided that

the bound is large enough.
With the former expressionsthe transition matrix P can be written as:

Boo Bo O 0 O
Bio AL Ao 0 O
P=|l0 A A A 0 ..|. @)
0 0 A A A

Thematrix Ag containsthe transition probabilitiesfrom states (G, q) to states (G +1, g') with G > 1,
the matrix A; contains the transition probabilities from states (G, q) to states (G, q’) with G > 0 and
the matrix A, containsthe transition probabilities from states (G, q) to states (G — 1, ') withG > 1. In
al casesgandq’ aresuchthat 1 < g, q" < gm. The expressionsfor Boo, Bo1, B1o, Ao, A1 and Az, can
befound in Appendix A.

From the structure of P we see that this Markov chain is ageneralized Quasi-Birth-and-Death (QBD)
process [10]. The calculation of the solution vector v/v - P = v can be accomplished by applying any
of the algorithms existing in the literature [16].

3.3. Calculation of the request delay density function

In this section a method for the calculation of the request delay density function is developed using
the stationary state probabilities
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v(0), G=0 g=0,
I1(G,q) = { ®)
v(Gx(@Om—D+9g-1, G=0 2=<9=agm
The request delay fp(N, L, 1) is defined as the time elapsed from the generation of an arbitrary
regquest at the mobile terminal to the reception of that request at the base station. As we have assumed
a Poissonian arrival process we can make use of the PASTA property (Poisson Arrivals See Time
Averages) to conclude that the probability of an arbitrary request finding the system in state (G, q) is
given by Eq. (5).
The probability of n requestsin the Transmission Set associated to our arbitrary request is given by

{0, n=0,

P(n, 1) = (6)
Pain—1,2), 1<n<(Qn

with P,(-) previously defined in Eq. (1). If the arbitrary request (or observer) is successfully transmitted
in its first immediate attempt the associated delay will be zero. This probability, however, depends on
the system state as when the systemis empty T slots are used instead of S for immediate transmission.
If the observer transmission attempt is unsuccessful then the delay will be in general the sum of three
independent delays each a multiple of the frame length, which turns the delay density function into a
discrete function by just considering the number of frames the request is delayed

fo(N, 2)[n] = [(1 — I7(0, 0)) PodeayiNon Empty + 17 (0. 0) PodeayiEmpty | 8[N]
+ n(oa 0) . fCE()\" S’ N)[n]
+ Y MG, fa@ NN fg(G, 4, S, N)[N] « fc(, S NN (7)

G,q#(0,0)
and
Om ] |
Podelay|Non Empty = Z Pa(j -1, A) Z JTPd(l, j, S),

j=1 =1

Om J | (8)
Po delay|Empty :Zpa(j -1, A)ZJTPd(l, j,T)-
j=1 =1

Indeed, the request will have to wait a random time ta (with density function fa[n]) until the g
reguests in the Transmission Set in service are successfully transmitted, plus a random time tg (with
density function fg[n]) required for the G backlogged, non-empty (with at least two requests) TSsto be
served and finally will have to contend with the other requests present in its own TSfor atimetc (or tce
if the system was empty when the observer arrived) until it finally getsits way through to the base station.
The details for the calculation of the density function fa(q, N)[n], fg(G, A, S, N)[n], fc (A, S, N)[n]
and fce(A, S, N)[n] are conveyed in Appendix B.

3.4. Throughput of the protocol

In this section the maximum request (Poisson) input traffic load is determined as a function of the
number of contention slots S and the number of slots devoted to the service of the Transmission Sets N.
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Notethat the overall function of the protocol can be viewed asthe operation of aGl /Gl /1 (distributed)
FIFO queue. Customers are non-empty TSs, and the service of the queue corresponds to the service of
anon-empty TS by means of slotted ALOHA. Being X the average number of Poisson requests arriving
at the system per frame (L dlots), the maximum request traffic load can be obtained by finding the
maximum value of A verifying the inequality

ATS()"v N) = MTS()"’ N’ S)v (9)

where Ats(i, N) is the average non-empty Transmission Set interarrival time measured in number of
frames and uts(A, N, S) is the average service time of the non-empty Transmission Sets measured in
frames aswell.

Let us first address the calculation of Ats(A, N). As we are aiming at calculating the maximum
throughput we assume that the Transmission Set queue will never be empty, and therefore there will
always be S slots (and not T) to process the new requests. We may then consider that the probability of
getting a non-empty TS follows a Bernouilli distribution with parameter prsgen as defined in Eq. (A .4),
and the average time elapsed between non-empty TSsisgivenby Ars(A) = 1/prsgen.

Using the expression for frs(A, N) in Eg. (B.5), the average service time of the non-empty
Transmission Sets is simply urs(x, N, S) = E[ frs(x, N)[n]]. The stability of the mechanism is
determined by the speed at which TSs are generated (S dependent) and the time needed to process them
(N dependent). Once the value Amax (S, N) is obtained, the throughput of FS-ALOHA with parameters
(S, N) isgiven by

Amax(S, N)
S+ N °’

as (S+ N) is the total number of slots consumed by the protocol and therefore is also the maximum
number of requests which could ideally be transmitted using the same amount of resources.

Throughput(S, N) = (10)

3.5. Numerical results

In Figs. 4 and 5 we have depicted the delay percentiles obtained with FSSALOHA and infinite
population (Poisson) input process for different values of T (3,5,10) and different combinations for the
parameters S and N. Aside from the obvious conclusion that the higher the load the worse the delay
percentiles, it can be observed that when the load of the system is low then the best choices are those
with asmall value of Sand correspondingly high value of N: astheload islow, it will be very unlikely
to be unsuccessful in the first trial, the system will be empty most of the time and the first trial uses the
whole T dots (i.e. independently of the values chosen for N and S). Even if the system is not empty,
the probability of colliding in the S slots is low due to the (expected) few arrivals. Thus, having a high
value for Swill not really improve the performance of the system. However, whenever the queue of
Transmission Sets builds up and the N slots are used for the service of the TSs, then the impact of ahigh
value for N isimportant: if a TS is backlogged then it is likely to contain a large number of requests,
and its service time will be shortened if ahigh number N of slotsis used for its service.

On the contrary, when the load of the system is fairly high a good behavior of FSSALOHA requires
that both Sand N are large enough: high values of S allow a good number of requests to be transmitted
without any delay and reduce the TS generation rate, while large values of N alow afast service of the
backlogged Transmission Sets. Therefore, when the load of the network is high a compromise between
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S and N is needed (see Fig. 5 with input rate A = 3 packets per frame, where the best results are

obtainedfor S=5and N = 5).

If no adaptive algorithm is to be implemented in order to obtain the optimum values for S and N
(S+ N = T remaining constant), then the above results suggest that a good compromise for low and
high input loads is sharing evenly the available number of slots T between Sand N (if not possible S

should be chosen lower than N).

In Fig. 6 both the maximum input load and the maximum throughput as defined in Eq. (10) are
depicted for different values of S and N. It can be observed that the throughput decreases with the
number of slots T = S+ N used by FSALOHA. When the number of available contention slots T
is increased, the maximum input load does not increase proportionally and therefore the throughput
decreases. The best throughput results for FS-ALOHA are obtained when T is small. At the sametime,
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Fig. 5. Delay percentiles for T = 10 (Poisson model).
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we can conclude that for a given T the best throughput result is obtained when Sis equal or slightly
smaller (one unit) than N.

4. Comparison with slotted ALOHA

In this section we compare FS-ALOHA with slotted ALOHA, a scheme that has been widely
implemented in the uplink contention channel of wireless ATM systems due to its simplicity and
the presumed low utilization of the contention period. In the analysis of the protocol we have only
included scenarios where the size of the contention period is fixed. Although both slotted ALOHA
and FS-ALOHA could definitely perform better if the parameter T was varied according to the offered
reguest load, the aim in this paper is to evaluate the algorithms isolating them from the impact of added
adaptive schemes. Moreover, when the network is heavily loaded it may be impossible to increase
the size of the contention period and it is most interesting to see what happens in these situations.
Unfortunately, the assumption of a constant size contention period precludes an easy comparison with
splitting algorithms, which typically use a variable number of contention slots per frame according to
the stage of the algorithm they are into (e.g. binary trees multiply by 2 the needed number of slots at
each step of their group resolution algorithm).

Focusing on slotted ALOHA, now the problem is the inherent instability of these schemes (see [5])
if the available number of dots T is constant. The solution adopted is to assume a finite population
input process, which allows the construction of an exact analytica model with Markov chains for
slotted ALOHA. An analytical model for FSSALOHA with finite population seems to be untractable,
and therefore a simulator has been built for FSSALOHA with finite population input process. The
assumptions on the input model for both slotted ALOHA and FS-ALOHA are the following:

e Thereisafinite number M of MTsin the network.
e A global nominal input rate per frame A is defined, equal to the actual input rate if the number of MTs
is madeinfinite.
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Fig. 7. FSSALOHA performance under infinite Poisson and finite population input processes.

e An MT with arequest pending to be transmitted (backlogged) will not generate a new request until
having successfully transmitted the backlogged request.

e MTs with no backlogged requests will generate a new request in each frame with a probability
pg=1—e?*M,

Ing order to show the influence of the finiteness of the population, Fig. 7 depicts the performance of
FS-ALOHA for both the Poisson (hence infinite population) and the finite population (with different
number of Mobile Terminals) input processes, with equal nominal input loads. The real input load for
the finite population model is actually lower due to the finite number of terminals, and it can be seen that
the Poisson model isaworst case approximation. When the offered input load is high, the approximation
israther pessimistic if the number of terminalsin the network is not too large.

Fig. 8 shows the behavior of the system when the offered load (3.0 requests per frame) is higher
than the maximum input load guaranteeing stability for the Poisson model (as T = 6, FSALOHA
throughput is less than 0.5), calculated in the previous section. In this case the infinite popul ation model
leads to an unstable system so no curve for the delay percentiles can be provided. From the curves
shown in the figure it can be concluded that having a finite population leads to a stable system with
bounded delays.

Asfor the dlotted ALOHA systemitself, the main assumptions are the following:

e The MTs will attempt transmission (choosing randomly one out of the T slots) with probability 1
when anew request is generated.

e When a new request is not successfully transmitted it is backlogged, and the corresponding MT will
attempt transmission in the subsequent frames with probability pix.

The performance analysis of FSSALOHA and dotted ALOHA will start with the case T = 3 (the
minimum required for FSSALOHA) and then continue with increasing values of T, namely 5, 6, 10 and
20. Both throughput and delay percentiles are depi cted.

In all the scenarios studied for slotted ALOHA a trade-off has been found between throughput and
delay through the choice of the retransmission probability pix: there is always a band of reasonable
values within which a larger pix implies better delay percentiles but worse throughput (both the
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Fig. 8. Overloaded finite population model.

maximum attainable throughput and the abruptness of the throughput fall when the offered traffic
surpasses the optimum). This behavior, although general, depends on the offered nominal load A, the
number of stations M and the size of the contention window T. Specifically, the larger the number of
stations the worse the performance of slotted ALOHA as we approach the case of infinite population
where sotted ALOHA is always unstable, independently of the offered load. This can be considered
afirst advantage of FSSALOHA, which is stable even with infinite (Poisson) population as long as the
offered load is kept below a maximum that can be analytically calculated (Section 3.4).

Figs. 9 and 10 show the results for the case T = 3, where for FSALOHA the only possible
choiceis (S= 1, N = 2). In the curve depicted for slotted ALOHA we assume pix = 0.1, as higher
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Fig. 9. Throughput for T = 3.
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retransmission probabilities are of no interest (with pixy = 0.2 and a nominal load of A = 1.0 the
throughput is 1.379 x 103). FS-ALOHA largely outperforms slotted ALOHA not only in the delay
percentiles (Fig. 10) but also in the maximum throughput, higher than 0.4, and the excellent throughput
behavior when the system is overloaded (Fig. 9).

The same conclusions can be drawn from the cases T = 5 (Figs. 11-13) and T = 6 (Figs. 14-17).
In all cases, the best delay results with slotted ALOHA (always much worse anyway than those of
FS-ALOHA) are achieved at the expense of low throughput and even a collapse in case of overload. On
the contrary, the best delay results for FS-ALOHA are obtained with the same combination of the pair
(S, N) ((2,3), (2,4) and (3,3)), dmost independently of the traffic load. Given afixed T thereis no need
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Fig. 11. Throughput for T = 5.
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therefore to develop an adaptive algorithm to vary (S, N) according to the offered load. Moreover, these
optimal options for the delay turn out to provide the best throughput results. In al cases, the throughput
attained with FSSALOHA is very stable under overload conditions and does not decrease significantly

from the maximum in situations where slotted ALOHA throughput is nearly zero.

Figs. 18-20 show the performance of FSSALOHA when the number of available slots T is 10. As-
suming that there are T dots available for contention with slotted ALOHA, the throughput when there
arel requestsisgivenby (1/T)[1— (1/T)]'"* anditismaximized for| = T (see[9]). If it was possible
for the MAC protocol (using slotted ALOHA) to ensure that at every frame the mobiles send exactly
T trials then the throughput of slotted ALOHA would be as depicted with the dotted line in Fig. 18.
However, we consider that thisis arather unrealistic assumption and thus a quite unreachabl e bound.
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Fig. 13. Delay percentilesfor T =5, A = {2.0, 3.0}.
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Figs. 19 and 20 include the delay percentiles of dlotted ALOHA for different retransmission probabili-
ties. It can beconcludedthat slotted ALOHA providespoor performancewith regardsto delay percentiles.
For an offered load of 2.0 requests per frame and assuming an Uplink frame length of 1.7125 ms (see
[3]), the 10~* delay percentile is 12 ms for FS-ALOHA whereas 30.82 ms for the best slotted ALOHA
case (with pix = 0.5). Moreover, the best delay results for slotted ALOHA are achieved at the expense
of having an unstable protocol, collapsing at the slightest network overload (seein Fig. 18 the throughput
curve corresponding to the optimum delay slotted ALOHA retransmission prabability pix).

In all the scenarios shown in Figs. 19 and 20 the best FS-ALOHA results are obtained with the
combinations (S, N) = {(3,7), (4, 6), (5, 5)}. In case of low loads, and for the same reasons explained
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Fig. 15. Delay percentilesfor T = 6, A = 1.0.
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Fig. 16. Delay percentilesfor T = 6, A = {2.0, 3.0}.

in Section 3.3, the combination (3,7) is the best one. However, throughput considerations extracted
from Fig. 18 might suggest the choice of (5,5) as a compromise between maximum throughput and
best delay results: although for every (S, N) combination we get a very stable behavior of FSSALOHA,
with throughputs that do not decrease significantly despite strong overload conditions, there is indeed
a difference among the maximum achievable throughputs of the combinations (3,7), (4,6) and (5,5).
In Fig. 18 we can also see that slotted ALOHA with a very low retransmission probability p;x = 0.2
dlightly outperforms FS-ALOHA with respect to maximum throughput for a range of nominal offered
loads between 4.0 and 6.0 requests per frame, even though its associated delay percentiles are very poor.

An extreme example showing the limitations of FSSALOHA is presented in Figs. 21-23. This
example is of little practical interest as if average values for the frame length lie between 80 and 100
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Fig. 17. Delay percentilesfor T = 6, A = 4.0.
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slots, having 20 slots devoted to the contention channel would imply that the network is very lightly
loaded (few slots are reserved for the transmission of data traffic in the contentionless channel). In
these situations of very low activity the throughput of the contention channel should not be a major
concern. However, we can see that in this situation FSSALOHA does not so clearly outperform slotted
ALOHA. For low offered loads (A = 1.0, 3.0) FSSALOHA offers better delay percentiles than slotted
ALOHA. The results of slotted ALOHA comparable with those of FS-ALOHA are obtained with very
high retransmission probabilities (pix = 0.9), which in turn lead to an unstable behavior (collapse with
overloads). FS-ALOHA also outperforms slotted ALOHA when the offered load is very high (A = 9.0),
as one of the main advantages of FSSALOHA is its inherent stability in strong overload situations.
Nevertheless, for a certain range of offered loads (e.g. » = 6.0) slotted ALOHA (with pix = 0.7, 0.8)
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Fig. 19. Delay percentilesfor T = 10, A = {1.0, 2.0}.
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Fig. 20. Delay percentilesfor T = 10, A = {4.0, 5.0}.

can show better delay percentiles than dlotted ALOHA. The maximum throughput exhibited by
FS-ALOHA (Fig. 21) islower than the obtained with slotted ALOHA, athough FS-ALOHA throughput
is stable even during highly congested periods and it does not rely on the optimal assessment of a
retransmission probability.

It should be noticed that in order to be close to (with low loads) or even outperform (with intermediate
loads) FS-ALOHA, the retransmission probability hasto be very carefully estimated, asalittle deviation
from the optimum leads either to poor delay percentilesif alow, conservative value for p;y is chosen or
to a network collapse, with very poor results for both throughput and delay (see Fig. 23), if the optimal
Pix is slightly overestimated.
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Fig. 21. Throughput for T = 20.
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Fig. 22. Delay percentilesfor T = 20, A = {1.0, 3.0}.
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5. Conclusions

In this paper we have described and analyzed FS-ALOHA, a new Contention Resolution Algorithm
to be deployed in the uplink contention channel present in most of the Wireless ATM MAC protocols
existing in the literature. The performance achieved in this contention channel may have an important
effect on the overall system performance, especialy for bursty traffic with delay constraints (e.g.
rt-VBR).

An analytical model has been devel oped for Poisson input traffic and the performance of FS-ALOHA
has been compared with slotted ALOHA (mechanism commonly used in the contention period of
WATM systems), using different retransmission probabilities in subsequent attempts after initial failures
(i.e. p-persistent slotted ALOHA). The complexity of FSSALOHA is comparable to that of sotted
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ALOHA, while showing much better delay percentiles, stability as the throughput does not drop
significantly in overload conditions, and higher maximum throughput when the size of the contention
period is not too large. Moreover, the maximum throughput achievable with FS-ALOHA is aways
attainable, as the performance does not rely on any load-dependent optimal estimation of parameters
associated to the protocol (such as the retransmission probability in slotted ALOHA).
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Appendix A

Using the expressionsfor P;(n, A) and Py(n, q, N) givenin Egs. (1) and (2) we have
Om
BOO € Mle’ BOO(]-’ 1) = Pa(O, )‘) + Pa(l’ )") + Z Pa(ja )‘) Pd(]a ja T)’ (Al)
j=2
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b10(@, 1) = (1 — Prsgen) Pa(@+ 1,9+ 1, N),
where, according to Eq. (3)
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a(@m—11 a@m—-1,2) ... a@m—1,gn—1)
a0(q, 9) = prsgemPa(@ -0, g+ 1 N), g =q,
Al € qu—lxqm—l, Al = (a.l(q’ q/))]-SQSQm—l,lSq’Sqm—l’ (A6)

a1(9,9) = Par(@ + 1.4, 9Py(@+ 1,9+ 1, N) + (1 — prsgen) Pa(@ — . g+ 1, N,
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_ ’
Az € Mg —1xq,-1. A2=(a2(a.q ))quqm_l,lfq/fqm_l’

1_ (A.7)
82(0. ') = Par(q + 1, &, SPa(q + L, q + 1, Ny = Prseen.
PTsgen
and Om
Par(N, 1,9 =Y _Pa(j, MPs(j =N, |, 9 (A.8)

j=n

isthe probability of getting anew Transmission Set with n requests when the TS queue is not empty.

Appendix B

We will start with the calculation of the set of functions fa(q, N)[n], withqg € {0, 2,3, ..., gn}. If
g = 0, which isonly possiblefor the state (0,0), then there is no delay associated and therefore

fa(0, N)[n] = §[n]. (B.1)
If g > 2thenthedelay densities fa(g, N)[n] verify the following recursion:

g-1
fa@, NN = Y Pa@—i,q,N)fa(i, N)[n — 1] + Pu(0,q, N) fa(q, N)[n — 1],
i=max(0,q—N),i #1 (B.2)
with Py(n, g, N) definedin Eq. (2). Solving the expressionin Eq. (B.2) for g = 2 we obtain
fa(2, N)[N] = Py(2, 2, N)[P4(0, 2, N\)]" "t u[n — 1]. (B.3)

For g > 2, the functions fa(q, N)[n] can be calculated from the previous fa(q’, N)[n],q" < g and
using Eq. (B.2),

0, n <o,
Pd(q’ a, N)’ n=1,
fa@ NN = o (8.4
Z Pd(q - i’ q’ N) fA(ia N)[n - 1] + Pd(o’ q’ N) fA(q’ N)[n - 1]’
i=max(2,q—N) n=> 2.

The set of functions fg(G, A, N)[n] with G € {0,1,...} corresponds to the service time of
{0, 1, ...} Transmission Sets which are independent from each other and at least have two requests. Let
frs(A, N)[n] bethe delay density function associated to the service of one of these TSs

frstin S NI = —— 3 Par(@, 2. 9 (@, NI (8.5
PTsgen q=2
And thus
3[n], G =0,
fs(G, 4, S N)[N] = 1 frs(x, N)[N] ... % frs(h, N)[n]lg, G > 1. (B.6)

G
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Finally, tc correspondsto the delay experienced by the observer dueto the other requests present inits
Transmission Set, given that the system was not empty when the observer arrived. We will calculate the
delay density function by conditioning on the number of requests conveyed in the Transmission Set. The
sameappliesfor tc g, excepting that the system wasempty (no T Ssin the queue) when the observer arrived.

Om
fc(x, S, N)[n] = Z PobsiNonEmpty (A, A, S) - fciq(d, N)[n],
4 ] (B.7)
PobsiNonempty (0 2, S) = Y _ Pa(j — 1, M7Puli = a.0.9).
i=q
Om
fCE()M S, N)[n] = Z Poblempty(q, A, S) : fClq(q’ N)[n],
4 (B.8)

. n . .
PobsiEmpty (0, A, S) = Z Pa(j — 1, )»)T Pa(j —q, ], T).
j=q

But the set of functions fcq(q, N)[n], 2 < q < gm, can be easily determined as they satisfy the
following recursion:

q-1 s
fC|Q(q’ N)[n] = ( Z %Pd(q - i’ q. N)) 8[” - 1]

i=max(0,q—N),i#1
g-1

+ ) ZPa(@—i.q, N) fe/i(, N)[n — 1] + Pa(0, 9, N) fe/q(@. N)[n — 1], (B.9)
i=max(2,g—N)

and if, again, we solve the former expressionin Eq. (B.9) for g = 2 we obtain that
fc/2(2, N)[n] = a2, N)[n] = Pg(2, 2, N)[P4(0, 2, \)]"Lu[n — 1]. (B.10)

For g > 2, analogously aswith fa(q, N)[n], the functions fc/q(q, N)[n] can be calculated from the
previous fc/q'(d’, N)[n], 9" < q and using the recursionin Eq. (B.9).

0, n<o,
g-1 .
q-—i :
> ~—Py(q—i,q, N), n=1,
feig(@ N)[n] = § i=me0a-N.iz1 (B.11)
[ , .
Y. —Pa@—i,q,N)fc/ii, N)[n—1]
i=max(2,q—N)

+ Pd(ovq’ N)fC/Q(q, N)[n_l]v n>2
prs(h, N, S) = E [ frs(x, N)[n]] . (B.12)

with frs(d, N) as defined in Eq. (B.5). The stability of the mechanism is determined by the speed at
which TSsare generated (S dependent) and the time needed to processthem (N dependent).



426 D. Vazquez-Cortizo et al. / Performance Evaluation 36-37 (1999) 401-427

References

[1] P802.11 Draft Standard for Wireless LAN Medium Access Control (MAC) and Physical Layer (PHY) Specification,
IEEE P802.11, D6.1, May 1997, AD165.
[2] Radio Equipment and Systems (RES); High PErformance Radio Local Area Network (HIPERLAN) Type I; Functiona
Specification, European Telecommunication Standard Final Draft ETS 300 652.
[3] SAMBA: System for Advanced Mobile Broadband Applications, Specification of the Air Interface, CEC Deliverable
Number: A0204/DB/F3F/DS/P004/al.
[4] C. Apostolas, R. Tafazolli, B. Evans, Wireless ATM LAN, in: Proc. PIMRC’ 95, Toronto, ON, pp. 773-777.
[5] D. Bertsekas, R. Gallager, Data Networks, Prentice-Hall, Englewood Cliffs, NJ, 1987.
[6] H. Chou, C. Lee, K. Chen, Group randomly addressed polling with reservation for wireless integrated service network,
in: Proc. PIMRC'’ 95, Toronto, ON, pp. 618—-622.
[7] D. Vazquez-Cortizo, J. Garcia, A collision resolution agorithm for ad-hoc wireless LANSs, in: IFIP BC’ 98, International
Conference on Broadband Communications, Stuttgart, 1998, pp. 119-130.
[8] M.J. Karol, Z. Liu, K. Eng, Distributed-queueing request update multiple access (DQRUMA) for wireless packet (ATM)
networks, in: International Conference on Communications (ICC’95) Conference Record, 1995, pp. 1224-1231.
[9] J. Mikkonen, J. Aldis, G. Awater, A. Lunn, D. Hutchison, The magic WAND — functional overview, |EEE J. Selected
Areas Commun. 16 (6) (1998) 953-972.
[10] M.F. Neuts, Matrix-Geometric Solutions in Stochastic Models, An Algorithmic Approach, The John Hopkins University
Press, Batimore, MD, 1981.
[11] P. Olanders, DECT standardization — status and future activities, in: Proc. PIMRC-WCN’ 94, 1994, The Hague.
[12] K. Pahlavan, A.H. Levesque, Wireless Information Networks, Wiley Seriesin Telecommunication and Signal Processing,
1995.
[13] D. Petras, Medium access control protocol for transparent ATM access in MBS, in: RACE Mobile Telecommunication
Summit, Cascais, Portugal, 1995.
[14] P. Smulders, C. Blondia, Application of the asynchronous transfer mode in indoor radio networks, Proc. PIMRC’ 94, The
Hague, pp. 839-843.
[15] K. Sriram, Performance of MAC protocols for broadband HFC and wirel ess access networks, Adv. Performance Anal. 1
(2) (1998) 1-37.
[16] W.J. Stewart, Introduction to the Numerical Solution of Markov Chains, Princeton University Press, Princeton, NJ, 1994.

David Véazquez-Cortizo obtained his degree in Electrical Engineering from E.T.S.E.T., University
of Vigo, Spain, in 1995. In 1995 he joined the Electronics and Systems Department at University
of La Corufia, Spain, as an assistant teacher. He was a guest researcher in Helsinki University
of Technology for six months in 1997-1998. In 1998 he joined the Performance Analysis of
Telecommunication Systems group at University of Antwerp (UIA), Belgium. His research interests
are focused on the design and performance evaluation of wireless MAC protocols for high-capacity
multimedia networks.

Jorge Garcia Vidal obtained his Telecommunication Engineering degree (1988) and Ph.D. degree
in Telecommunication Engineering (1992) from Polytechnic University of Catalonia (UPC, award
to the best Ph.D. thesis 1992). During 1992—93 he visited SIE Department of University of Arizona
with a NATO fellowship. He is Associate Professor in the Computer Architecture Department of
UPC. He has participated in several projects related with computer networks (RACE 1022, BAF,
COST 242, COST 257). His research interest include wireless LANs, TCP/IP implementation
issues and performance evaluation of computer systems.




D. Vazquez-Cortizo et al. / Performance Evaluation 36-37 (1999) 401-427 427

Chris Blondia obtained his Master in Science and Ph.D. in Mathematics, both from the University
of Ghent (Belgium) in 1977 and 1982, respectively. In 1983 he joined Philips Belgium, where
he was a researcher between 1986 and 1991 in the Philips Research Laboratory Belgium in the
group Computer and Communication Systems. Between August 1991 and end 1994 he was an
Associate Professor at the Computer Science Department of the University of Nijmegen (The
Netherlands). In 1995 he joined the Department of Mathematics and Computer Science of the
University of Antwerp, where is currently a professor and head of the research group ‘ Performance
Analysis of Telecommunication Systems'. He is lecturing Telecommunication and Performance
Evaluation courses. His main research interests are related to mathematical models (stochastic
modeling, queueing theory) for performance evaluation of communication systems and the impact
of the performance on the architecture of these systems. In this context the areas of research are
performance issues related to switching architectures, traffic control functions, access control protocols. He has published a
substantial number of papers in international journals and conferences on these research areas. He has been member of many
program committees of international conferences and is editor of the Journal of Network and Computer Applications. He is
member of IFIP W.G. 6.3 on ‘Performance of Computer Networks'.

Benny Van Houdt graduated from the University of Antwerp in 1997 in Mathematics and Computer Science. Currently
he holds an assistant position at the University of Antwerp (UIA) and is an active member of the Performance Analysis
of Telecommunication Systems (PATS) research group. His main research interest goes to the performance evaluation and
stochastic modeling of wireless and mobile communication networks.



